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(g) Speech decoding apparatus and method of decoding. 



(57) In a speech decoding apparatus (100) sup- 
plied with an input speech signal (101) compris- 
ing successive blocks, each comprising a 
digital speech signal and an error detecting 
code signal, an error detector (8) detects an 
error in the digital speech signal by the error 
detecting code signal for each block to produce 
error detection pulses whenever the error de- 
tector detects the error, The error detector also 
produces the digital speech signals of the 
blocks. A speech decoder (9) decodes the digi- 
tal speech signals of the blocks into an analog 
speech signal. A measuring circuit (102) meas- 
ures, as a measured value, the number of the 
error detection pulses during a predetermined 
time interval. A comparator (15) compares the 
measured value with a reference value to pro- 
duce a command signal when the measured 
value is greater than the reference value. A 
generator (12) generates an alarm signal in 
response to the command signal. 
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This invention relates to speech decoding appa- 
ratus and, in particular, to speech decoding apparatus 
for use in a radio telephone apparatus of a digital com- 
munication system. The invention also relates to a 
method of decoding. 

A radio telephone apparatus of a digital commu- 
nication system comprises a coding and decoding ap- 
paratus (CODEC) for interconversion between an 
analog speech signal and a digital speech signal. As 
a coding system adopted in the coding and decoding 
apparatus to convert the analog speech signal into 
the digital speech signal, use has generally been 
made of a PCM (pulse code modulation) system for 
coding instantaneous voltages at sampling time in- 
stants, a AM (delta modulation) system for coding a 
difference between sampling time instants, or the 
like. 

In the coding and decoding apparatus of the type 
described, a correlation exists between an error in a 
reception signal and a decoded waveform. In this 
connection, a user of the coding and decoding appa- 
ratus can audibly recognize deterioration of the qual- 
ity of a transmission path in a proportional relation- 
ship. Accordingly, the user has an option to maintain 
or terminate communication in dependence upon the 
deterioration of the reception signal. 

On the other hand, a coding and decoding appa- 
ratus of a novel type has recently been developed and 
put into practical use. For example, there is known a 
speech coding and decoding apparatus (SPEECH 
CODEC) in which speech information alone is trans- 
mitted and a characteristic component of a speech 
signal alone is coded in order to reduce the transmis- 
sion rate in a radio channel area and to narrow the 
modulation bandwidth. 

The speech coding and decoding apparatus is 
constructed in accordance with a standard "STAN- 
DARD 27 A" established by RCR (Research & Devel- 
opment Center for Radio System) in Japan. 

The speech coding and decoding apparatus has 
a high signal compression ratio. Accordingly, the 
speech reproduction characteristic after decoding is 
extremely deteriorated when a code error occurs in 
the transmission path. In this connection, when the 
speech coding and decoding apparatus is used, an 
error detection/correction code is added to an encod- 
er output to assure the quality of the transmission 
path. 

Generally, an error detection capability is greater 
than an error correction capability. Inasmuch as a 
signal error rate in the transmission path is within the 
correction capability, a decoder is supplied with a 
corrected signal. When the signal error rate is in- 
creased to exceed the correction capability, an error 
detection function alone is operable. In this event, 
false codes are discarded and are not supplied to the 
decoder. Alternatively, a decoded output signal is 
chuted so that no output is produced. 



When the quality of the transmission path is de- 
teriorated, the user of the speech coding and decod- 
ing apparatus can hear a normal speech sound be- 
fore a certain level of deterioration is reached. There- 
5 after, a communication channel is abruptly interrupt- 
ed (silent). This results in an embarrassment of the 
user. 

The present invention seeks to provide a speech 
decoding apparatus which is for use in a digital radio 
10 telephone set and which can prevent a decoded 
speech output from being put into a silent state upon 
deterioration of the quality of a transmission path. 

Other aims of this invention will become clear as 
the description proceeds. 
15 A speech decoding apparatus to which this inven- 

tion is applicable is supplied with an input speech sig- 
nal comprising successive blocks, each comprising a 
digital speech signal and an error detecting code sig- 
nal which succeeds the digital speech signal and is for 
20 use in detecting an error in the digital speech signal. 
The speech decoding apparatus decodes the digital 
speech signals of the successive blocks into an ana- 
log speech signal. 

According to this invention, the speech decoding 
25 apparatus comprises: an error detector supplied with 
the input speech signal for detecting the error in the 
digital speech signal by the use of the error detecting 
code signal for each of the successive blocks to pro- 
duce error detection pulses whenever the error de- 
30 tector detects the error, the error detector further- 
more producing the digital speech signals of the suc- 
cessive blocks; a speech decoder connected to the 
error detector for decoding the digital speech signals 
of the successive blocks into the analog speech sig- 
35 nal; a measuring circuit connected to the error detec- 
tor for measuring, as a measured value, the number 
of the error detection pulses during a predetermined 
time interval; a comparator connected to the measur- 
ing circuit for comparing the measured value with a 
40 reference value to produce a command signal when 
the measured value is greater than the reference val- 
ue; and an alarm signal generator connected to the 
comparator for generating an alarm signal when the 
comparator produces the command signal. 
45 An analagous method of decoding is also provid- 
ed. The various apparatus features described herein 
apply to this method, where appropriate. 

Preferred features of the present invention are 
now described, purely by way of example, with refer- 
so ence to the accompanying drawings, in which:- 

Fig. 1 is a block diagram of a radio telephone ap- 
paratus comprising a speech decoding apparatus 
according to a preferred embodiment of this in- 
vention; 

55 Fig. 2 is a signal format of an input speech signal 

for use in describing the operation of the speech 
decoding apparatus of Fig. 1 ; 
Fig. 3 is a block diagram of an adder which may 
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be used instead of a selector of the speech de- 
coding apparatus of Fig. 1 ; 
Fig. 4 is a block diagram of a radio telephone ap- 
paratus comprising a speech coding apparatus 
which may constitute a speech coding and decod- 5 
ing apparatus together with the speech decoding 
apparatus of Fig. 1; 

Fig. 5 is a block diagram of a speech decoder of 
the speech coding apparatus of Fig. 4; and 
Fig. 6 is a block diagram of a speech decoder of 10 
the speech decoding apparatus of Fig. 1. 
Referring to Fig. 1, a speech decoding apparatus 
100 according to an embodiment of this invention is 
included in a radio telephone apparatus. Description 
will first be made as regards the speech decoding ap- 15 
paratus 100. The speech decoding apparatus 100 is 
supplied with an input speech signal 101. 

Turning to Fig. 2, the input speech signal 101 
comprises successive blocks. Each of the successive 
blocks comprises a digital speech signal and an error 20 
detecting code signal representative of a block check 
character code labelled BCC. The error detecting 
code signal succeeds the digital speech signal and is 
for use in detecting an error in the digital speech sig- 
nal. 25 

Turning back to Fig. 1, the speech decoding ap- 
paratus 100 decodes the digital speech signals of the 
successive blocks into an analog speech signal. The 
speech decoding apparatus 100 comprises an error 
detector 8 supplied with the input speech signal 101. 30 
The error detector 8 detects the error in the digital 
speech signal 101 by the use of the error detecting 
code signal for each of the successive blocks and pro- 
duces error detection pulses (namely, error flags of 
a high level) whenever the error detector 8 detects 35 
the error. The error detector 8 furthermore produces 
the digital speech signals of the successive blocks by 
removing the error detecting code signals from the in- 
put speech signal 101. 

A speech decoder 9 is connected to the error de- 40 
tector 8. The speech decoder 9 decodes the digital 
speech signals of the successive blocks into the ana- 
log speech signal. 

A measuring circuit 1 02 is connected to the error 
detector 8. The measuring circuit 1 02 measures, as a 45 
measured value, the number of the error detection 
pulses during a predetermined time interval in the 
manner which will later be described. 

A comparator 15 is connected to the measuring 
circuit 102. The comparator 15 compares the meas- so 
ured value with a reference value and produces a 
command signal when the measured value is greater 
than the reference value. The reference value is pro- 
duced by a reference value setting section 16. 

An alarm signal generator 1 2 is connected to the 55 
comparator 15. The alarm signal generator 12 gener- . 
ates an alarm signal when the comparator 15 produc- 
es the command signal. 



A selector (or switch) 10 is connected to the 
speech decoder 9 and the alarm signal generator 12. 
The selector 10 selects the analog speech signal as 
an apparatus output signal when the selector 1 0 is not 
supplied with the command signal from the compar- 
ator 15. When the selector 10 is supplied with the 
command signal from the comparator 15, the selector 
10 selects the alarm signal as the apparatus output 
signal. 

Turning to Fig. 3, an adder or mixer 103 may be 
used instead of the selector 10. In this case, the ad- 
der 103 is connected to the speech decoder 9 and the 
alarm signal generator 12. The adder 103 produces 
the analog speech signal as the apparatus output sig- 
nal when the adder 1 03 is not supplied with the alarm 
signal. When the adder 103 is supplied with the alarm 
signal, the adder 103 produces a sum signal repre- 
sentative of a sum of the analog speech signal and 
the alarm signal as the apparatus output signal. The 
adder 103 will further be described later. 

Turning to Fig. 4, a speech coding apparatus 200 
is also included in the radio telephone apparatus 
which comprises the speech decoding apparatus 100 
(Fig. 1). The speech coding apparatus 200 and the 
speech decoding apparatus 100 constitute a speech 
coding and decoding apparatus (SPEECH CODEC) 
although the speech coding apparatus 200 and the 
speech decoding apparatus 100 are separately illu- 
strated in the figure. Description will now be made as 
regards the speech coding apparatus 200 of the radio 
telephone apparatus. 

A microphone (MIC) 1 produces an analog 
speech signal corresponding to a human speech 
sound and supplies the analog speech signal to a 
speech coder 2. The speech coder 2 processes the 
analog speech signal into a digital speech signal. 

Turning to Fig. 5, a specific example of the 
speech coder 2 is illustrated. The speech coder 2 
comprises an analog-to-digital converter (A/D) 21 
and a digital signal processor (DSP) 22. 

Instantaneous voltages of the digital speech sig- 
nal converted by the A/D converter 21 are succes- 
sively sent to the DSP 22 The DSP 22 analyzes vari- 
ous characteristics, such as a frequency, of the 
speech sound. The result of analysis is produced as 
information data in the form of a digital signal code 
sequence. 

An error detection code adding section 3 divides 
the digital speech signal supplied from the speech 
coder 2 into a plurality of units having a predeter- 
mined unit length. A block check character code 
(BCC) for error detection is added to each unit to form 
each block which corresponds to each block of the in- 
put speech signal 101 of Fig. 2. The digital speech sig- 
nal with the block check character codes is transmit- 
ted by a transmitter (TX) 4 to be radiated through an 
antenna 5 as a radio wave. 

Turning back to Fig. 1 again, the radio wave is re- 
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ceived through an antenna 6 and delivered to a re- 
ceiver (RX) 7 to be demodulated. The error detector 
8 is supplied with a reception demodulated output sig- 
nal of the receiver 7 and the input speech signal 101. 
The input speech signal 101 may contain a signal er- 
ror occurring in a transmission route from the trans- 
mitter 4 to the receiver 7 via the antenna 5, a trans- 
mission path (space), and the antenna 6. With refer- 
ence to the block check character codes included in 
each block, the error detector 8 detects the presence 
of an error in each block. Upon detection of the pres- 
ence of an error, an error flag of a high level is pro- 
duced as the error detection pulse and delivered to 
the measuring circuit 102 Simultaneously, speech in- 
formation data after the block check character code 
is removed is delivered to the speech decoder 9 to be 
reproduced as the analog speech signal. The analog 
speech signal is supplied through the selector (or the 
switch) 10 to a telephone receiver 11 and reaches a 
human ear as an acoustic wave. 

As illustrated in Fig. 6, the speech decoder 9 com- 
prises a DSP 31 and a digital-to-analog converter 
(D/A) 32 and reconstructs the analog speech signal 
from the speech information data to produce the ana- 
log speech signal. 

In Fig. 1, the measuring circuit 102 comprises a 
counter 13 which counts the number of error flags of 
a high level supplied from the error detector 8. Atimer 
17 generates periodical pulses in a predetermined 
time cycle to reset the count. Specifically, the counter 
1 3 counts the number of the error flags in each pre- 
determined time cycle (unit time) and a latch circuit 14 
latches the number of the error flags at a time instant 
of the end of the time cycle. 

The comparator 15 compares the number of the 
error flags thus latched with the reference value pre- 
liminarily determined by the reference value setting 
section 16. When the comparator 1 5 detects that the 
number of the error flags thus latched is greater than 
the reference value, it is judged that the error rate in 
a period of the radio transmission path is high. In this 
event, the comparator 15 makes the alarm signal 
generator 12 generate the alarm signal while the se- 
lector 10 is switched. 

The alarm signal generator 12 may produce a 
sine-wave signal (tone signal) having one of audible 
frequencies, a melody formed by a combination of the 
sine-wave signals, or a white noise having a pseudo 
random waveform. When the error rate in the period 
of the radio transmission path is high, the alarm sig- 
nal from the alarm signal generator 1 2 is selected by 
the selector 10 to reach the ear of the user instead of 
the decoded speech sound. Thus, the user is not em- 
barrassed because a silent state caused in the con- 
ventional system is prevented. 

At this time, control may be made so that the de- 
coding operation of the speech decoder 9 is stopped. 
However, even if the quality of the radio transmission 



path is deteriorated, a certain level of speech intelli- 
gibility still exists in most cases. Under the circum- 
stances, the speech decoder 9 may be kept in an op- 
eration state. In that case, the adder 103 (Fig. 3) is 
5 used instead of the selector 1 0 to superpose the re- 
production signal from the speech decoder 9 and the 
alarm signal from the alarm signal generator 12. 

Besides the above-mentioned examples, the 
alarm signal generated by the alarm signal generator 
10 1 2 may be an alarm voice produced by a speech syn- 
thesizing function so that the user does not have an 
unpleasant feeling. 

Furthermore, the periodical pulses generated by 
the timer 17 may be supplied to the DSP 31 (Fig. 6) 
15 so that the DSP 31 directly reads the count of the 
counter 13 in synchronism with the pulses. With this 
structure, the channel quality on the radio transmis- 
sion path is monitored. In dependence upon the qual- 
ity condition, the white noise is mixed in the decoded 
20 speech sound. Thus, the user himself can judge the 
channel condition in the manner similar to the con- 
ventional radio telephone set of a digital system or an 
analog system. 

As described above, according to this invention, 
25 detection is made of deterioration of the quality of the 
radio transmission path. When the level of deteriora- 
tion becomes great, an alarm sound such as a tone 
signal or a melody which does not give an unpleasant 
feeling to the user is generated instead of abrupt in- 
30 terruption of the communication line. Thus, it is pos- 
sible to notify the user of deterioration of the channel 
quality. 

Hence, in summary, the speech decoding appa- 
ratus of the preferred embodiment of the present in- 
35 vention includes an alarm signal generator operable 
on deterioration of transmission path quality. In more 
detail, the apparatus, supplied with an input speech 
signal comprising successive blocks, each compris- 
ing a digital speech signal and an error detecting code 
40 signal, includes an error detector for detecting an er- 
ror in the digital speech signal by use of the error de- 
tecting code signal for each block to produce error de- 
tection pulses whenever the error detector detects 
the error. The error detector also produces the digital 
45 speech signals of the blocks. A speech decoder de- 
codes the digital speech signals of the blocks into an 
analog speech signal. A measuring circuit measures, 
as a measured value, the number of the error detec- 
tion pulses during a predetermined time interval. A 
so comparator compares the measured value with a ref- 
erence value to produce a command signal when the 
measured value is greater than the reference value. 
A generator generates an alarm signal in response to 
the command signal. 
55 While this invention has thus far been described 

in conjunction with an embodiment thereof, it will 
readily be possible for those skilled in the art to put 
this invention into practice in various other manners. 
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For example, an error detector 8 of Fig. 1 may have 
not only an error detection function but also an error 
correction function in order to deal with another input 
signal comprising an error detecting and correcting 
code signal in each block. The error detecting and 
correcting code signal represents the error detec- 
tion/correction code described in the preamble of the 
instant specification. 



Claims 

1. Speech decoding apparatus for receiving an in- 
put speech signal comprising successive blocks, 
each comprising a digital speech signal and an 
error detecting code signal which succeeds said 
digital speech signal and is for use in detecting an 
error in said digital speech signal, said speech 
decoding apparatus being for decoding the digital 
speech signals of said successive blocks into an 
analog speech signal, said speech decoding ap- 
paratus comprising: 

an error detector for receiving said input 
speech signal, for detecting said error in said dig- 
ital speech signal by the use of said error detect- 
ing code signal for each of said successive blocks 
to produce error detection pulses whenever said 
error detector detects said error, and for produc- 
ing the digital speech signals of said successive 
blocks; 

a speech decoder connected to said error 
detector for decoding the digital speech signals of 
said successive blocks into said analog speech 
signal; 

a measuring circuit connected to said error 
detector for measuring, as a measured value, the 
number of said error detection pulses during a 
predetermined time interval; 

a comparator connected to said measuring 
circuit for comparing said measured value with a 
reference value to produce a command signal 
when said measured value is greater than said 
reference value; and 

an alarm signal generator connected to 
said comparator for generating an alarm signal 
when said comparator produces said command 
signal. 

2. Speech decoding apparatus for receiving an in- 
put speech signal comprising successive blocks, 
each comprising a digital speech signal and an 
error detecting and correcting code signal which 
succeeds said digital speech signal and is for use 
in detecting and correcting an error in said digital 
speech signal, said speech decoding apparatus 
being for decoding the digital speech signals of 
said successive blocks into an analog speech sig- 
nal, said speech decoding apparatus comprising: 



error detecting and correcting means for 
receiving said input speech signal, for detecting 
and correcting said error in said digital speech 
signal by the use of said error detecting and cor- 

5 recting code signal for each of said successive 

blocks to produce error detection pulses when- 
ever said error detecting and correcting means 
detects said error, and for producing corrected 
digital speech signals of said successive blocks 

10 given by correcting said error in said digital 

speech signal by the use of said error detecting 
and correcting code signal for each of said suc- 
cessive blocks; 

a speech decoder connected to said error 

15 detecting and correcting means for decoding the 

corrected digital speech signals of said succes- 
sive blocks into said analog speech signal; 

a measuring circuit connected to said error 
detecting and correcting means for measuring, 

20 as a measured value, the number of said error 

detection pulses during a predetermined time in- 
terval; 

a comparator connected to said measuring 
circuit for comparing said measured value with a 
25 reference value to produce a command signal 

when said measured value is greater than said 
reference value; and 

an alarm signal generator connected to 
said comparator for generating an alarm signal 
30 when said comparator produces said command 

signal. 

3. Speech decoding apparatus according to Claim 1 
or 2, further comprising a selector connected to 

35 said speech decoder and said alarm signal gen- 

erator for selecting said analog speech signal and 
said alarm signal as an apparatus output signal 
when said selector is not supplied with said com- 
mand signal from said comparator and when said 

40 selector is supplied with said command signal 

from said comparator, respectively. 

4. Speech decoding apparatus according to Claim 1 
or 2 , further comprising an adder connected to 

45 said speech decoder and said alarm signal gen- 

erator for producing said analog speech signal as 
an apparatus output signal when said adder is not 
supplied with said alarm signal, said adder pro- 
ducing a sum signal representative of a sum of 

50 said analog speech signal and said alarm signal 

as said apparatus output signal when said adder 
is supplied with said alarm signal. 

5. Speech decoding apparatus according to any of 
55 the preceding claims, wherein said alarm signal 

is a sine-wave signal having a single audible fre- 
quency. 
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6. Speech decoding apparatus according to any of 
Claims 1 to 4, wherein said alarm signal repre- 
sents a melody formed by a combination of sine- 
wave signals having audible frequencies. 

7. Speech decoding apparatus according to any of 
Claims 1 to 4, wherein said alarm signal repre- 
sents a white noise having a pseudo random wa- 
veform. 

8. Speech decoding apparatus according to any of 
Claims 1 to 4, wherein said alarm signal repre- 
sents a synthesized alarm voice. 

9. A method of decoding an input speech signal 
comprising successive blocks, each comprising a 
digital speech signal and an error detecting code 
signal which succeeds said digital speech signal 
and is for use in detecting an error in said digital 
speech signal, the method being for decoding the 
digital speech signals of said successive blocks 
into an analog speech signal, the method includ- 
ing the steps of: 

detecting said error in said digital speech 
signal by the use of said error detecting code sig- 
nal for each of said successive blocks to produce 
error detection pulses whenever said error is de- 
tected. 

producing the digital speech signals of 
said successive blocks; 

decoding the digital speech signals of said 
successive blocks into said analog speech signal; 

measuring, as a measured value, the 
number of said error detection pulses during a 
predetermined time interval; 

comparing said measured value with a ref- 
erence value to produce a command signal when 
said measured value is greater than said refer- 
ence value; and 

generating an alarm signal in response to 
said command signal. 

10. A method of decoding an input speech signal 
comprising successive blocks, each comprising a 
digital speech signal and an error detecting and 
correcting code signal which succeeds said digi- 
tal speech signal and is for use in detecting and 
correcting an error in said digital speech signal, 
the method being for decoding the digital speech 
signals of said successive blocks into an analog 
speech signal, the method including the steps of: 
detecting and correcting said error in said 
digital speech signal by the use of said error de- 
tecting and correcting code signal for each of said 
successive blocks to produce error detection 
pulses whenever said error is detected; 

producing corrected digital speech signals 
of said successive blocks given by correcting 



said error in said digital speech signal by the use 
of said error detecting and correcting code signal 
for each of said successive blocks; 

decoding the corrected digital speech sig- 

5 nals of said successive blocks into said analog 

speech signal; 

measuring, as a measured value, the 
number of said error detection pulses during a 
predetermined time interval; 

j o comparing said measured value with a ref- 

erence value to produce a command signal when 
said measured value is greater than said refer- 
ence value; and 

generating an alarm signal in response to 

15 said command signal. 
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